
asterisk.log
root@raspberrypi:~ $ asterisk -rvvvv
Asterisk 13.6.0, Copyright (C) 1999 - 2014, Digium, Inc. and others.
Created by Mark Spencer <markster@digium.com>
Asterisk comes with ABSOLUTELY NO WARRANTY; type 'core show warranty' for 
details.
This is free software, with components licensed under the GNU General Public
License version 2 and other licenses; you are welcome to redistribute it under
certain conditions. Type 'core show license' for details.
=========================================================================
Connected to Asterisk 13.6.0 currently running on raspberrypi (pid = 3232)
[2017-05-23 12:40:29] SECURITY[4125]: res_security_log.c:116 
security_event_stasis_cb: 
SecurityEvent="SuccessfulAuth",EventTV="2017-05-23T12:40:29.114+0200",Severity="
Informational",Service="AMI",EventVersion="1",AccountID="admin",SessionID="0x134
e4b4",LocalAddress="IPV4/TCP/0.0.0.0/5038",RemoteAddress="IPV4/TCP/127.0.0.1/376
88",UsingPassword="0",SessionTV="2017-05-23T12:40:29.114+0200"
<--- Transmitting SIP request (436 bytes) to UDP:192.168.80.162:5060 --->
OPTIONS sip:6002@192.168.80.162:5060 SIP/2.0
Via: SIP/2.0/UDP 
192.168.80.12:5060;rport;branch=z9hG4bKPj6c58aaf8-4c22-4937-b971-44c633213e87
From: <sip:asterisk@192.168.80.12>;tag=c70e180f-f237-4cd0-83d2-8a302b0efdf3
To: <sip:6002@192.168.80.162>
Contact: <sip:asterisk@192.168.80.12:5060>
Call-ID: 0cfd6d32-2c62-45e9-a54a-a578c272cff7
CSeq: 22642 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Received SIP response (442 bytes) from UDP:192.168.80.162:5060 --->
SIP/2.0 200 OK
To: <sip:6002@192.168.80.162>;tag=791740cb60d7dfdi0
From: <sip:asterisk@192.168.80.12>;tag=c70e180f-f237-4cd0-83d2-8a302b0efdf3
Call-ID: 0cfd6d32-2c62-45e9-a54a-a578c272cff7
CSeq: 22642 OPTIONS
Via: SIP/2.0/UDP 
192.168.80.12:5060;branch=z9hG4bKPj6c58aaf8-4c22-4937-b971-44c633213e87
Server: Cisco/SPA112-1.3.5(004)
Content-Length: 0
Allow: ACK, BYE, CANCEL, INFO, INVITE, NOTIFY, OPTIONS, REFER
Supported: replaces

<--- Transmitting SIP request (481 bytes) to UDP:10.80.0.6:34711 --->
OPTIONS sip:6009@10.80.0.6:34711;rinstance=2e399a4aa572651f SIP/2.0
Via: SIP/2.0/UDP 
192.168.80.12:5060;rport;branch=z9hG4bKPjde0ec2c2-6f04-48db-baa5-39f141df6bbc
From: <sip:asterisk@192.168.80.12>;tag=37044e0e-d860-409b-ab3b-fe0f5b777622
To: <sip:6009@10.80.0.6;rinstance=2e399a4aa572651f>
Contact: <sip:asterisk@192.168.80.12:5060>
Call-ID: 0dd942c6-38e9-43a6-8d73-dcc72b222431
CSeq: 46061 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Transmitting SIP request (481 bytes) to UDP:10.80.0.6:34711 --->
OPTIONS sip:6009@10.80.0.6:34711;rinstance=2e399a4aa572651f SIP/2.0
Via: SIP/2.0/UDP 
192.168.80.12:5060;rport;branch=z9hG4bKPjde0ec2c2-6f04-48db-baa5-39f141df6bbc
From: <sip:asterisk@192.168.80.12>;tag=37044e0e-d860-409b-ab3b-fe0f5b777622
To: <sip:6009@10.80.0.6;rinstance=2e399a4aa572651f>
Contact: <sip:asterisk@192.168.80.12:5060>
Call-ID: 0dd942c6-38e9-43a6-8d73-dcc72b222431
CSeq: 46061 OPTIONS
Max-Forwards: 70
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User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Received SIP response (684 bytes) from UDP:10.80.0.6:34711 --->
SIP/2.0 200 OK
Via: SIP/2.0/UDP 
192.168.80.12:5060;rport=5060;branch=z9hG4bKPjde0ec2c2-6f04-48db-baa5-39f141df6b
bc
Contact: <sip:10.80.0.6:34711>
To: <sip:6009@10.80.0.6;rinstance=2e399a4aa572651f>;tag=f52fd22e
From: <sip:asterisk@192.168.80.12>;tag=37044e0e-d860-409b-ab3b-fe0f5b777622
Call-ID: 0dd942c6-38e9-43a6-8d73-dcc72b222431
CSeq: 46061 OPTIONS
Accept: application/sdp, application/sdp
Accept-Language: en
Allow: INVITE, ACK, CANCEL, BYE, NOTIFY, REFER, MESSAGE, OPTIONS, INFO, 
SUBSCRIBE
Supported: replaces, norefersub, extended-refer, timer, outbound, path, 
X-cisco-serviceuri
User-Agent: Zoiper rv2.8.30
Allow-Events: presence, kpml, talk
Content-Length: 0

<--- Received SIP response (684 bytes) from UDP:10.80.0.6:34711 --->
SIP/2.0 200 OK
Via: SIP/2.0/UDP 
192.168.80.12:5060;rport=5060;branch=z9hG4bKPjde0ec2c2-6f04-48db-baa5-39f141df6b
bc
Contact: <sip:10.80.0.6:34711>
To: <sip:6009@10.80.0.6;rinstance=2e399a4aa572651f>;tag=f52fd22e
From: <sip:asterisk@192.168.80.12>;tag=37044e0e-d860-409b-ab3b-fe0f5b777622
Call-ID: 0dd942c6-38e9-43a6-8d73-dcc72b222431
CSeq: 46061 OPTIONS
Accept: application/sdp, application/sdp
Accept-Language: en
Allow: INVITE, ACK, CANCEL, BYE, NOTIFY, REFER, MESSAGE, OPTIONS, INFO, 
SUBSCRIBE
Supported: replaces, norefersub, extended-refer, timer, outbound, path, 
X-cisco-serviceuri
User-Agent: Zoiper rv2.8.30
Allow-Events: presence, kpml, talk
Content-Length: 0

<--- Transmitting SIP request (452 bytes) to UDP:46.182.250.46:5060 --->
OPTIONS sip:504612@sip.personal-voip.de:5060 SIP/2.0
Via: SIP/2.0/UDP 
84.178.92.172:5060;rport;branch=z9hG4bKPj2ea8bb43-fb64-4c1d-bc15-93fd07cfa006
From: <sip:asterisk@192.168.80.12>;tag=43540a35-44ce-4b52-9f7b-05ceab750e10
To: <sip:504612@sip.personal-voip.de>
Contact: <sip:asterisk@84.178.92.172:5060>
Call-ID: aaa65247-dd4d-41f0-be5e-6829f87aaf65
CSeq: 56784 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Transmitting SIP request (452 bytes) to UDP:46.182.250.46:5060 --->
OPTIONS sip:504611@sip.personal-voip.de:5060 SIP/2.0
Via: SIP/2.0/UDP 
84.178.92.172:5060;rport;branch=z9hG4bKPj7c31bc59-3263-4ba8-8f2d-993c6cbe384d
From: <sip:asterisk@192.168.80.12>;tag=020cf780-c2a6-4512-a3b7-aced8f4f35c0
To: <sip:504611@sip.personal-voip.de>
Contact: <sip:asterisk@84.178.92.172:5060>
Call-ID: e1743475-026d-4b35-a86a-cb6052135ce3
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CSeq: 35487 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Received SIP response (420 bytes) from UDP:46.182.250.46:5060 --->
SIP/2.0 483 Too Many Hops
Via: SIP/2.0/UDP 
84.178.92.172:5060;received=84.178.92.172;rport=5060;branch=z9hG4bKPj2ea8bb43-fb
64-4c1d-bc15-93fd07cfa006
From: <sip:asterisk@192.168.80.12>;tag=43540a35-44ce-4b52-9f7b-05ceab750e10
To: <sip:504612@sip.personal-voip.de>;tag=069ffa31e8135bf64c58ff0e6bb2a737.f67d
Call-ID: aaa65247-dd4d-41f0-be5e-6829f87aaf65
CSeq: 56784 OPTIONS
Server: PBX-Server/1
Content-Length: 0

<--- Received SIP response (420 bytes) from UDP:46.182.250.46:5060 --->
SIP/2.0 483 Too Many Hops
Via: SIP/2.0/UDP 
84.178.92.172:5060;received=84.178.92.172;rport=5060;branch=z9hG4bKPj7c31bc59-32
63-4ba8-8f2d-993c6cbe384d
From: <sip:asterisk@192.168.80.12>;tag=020cf780-c2a6-4512-a3b7-aced8f4f35c0
To: <sip:504611@sip.personal-voip.de>;tag=069ffa31e8135bf64c58ff0e6bb2a737.7c13
Call-ID: e1743475-026d-4b35-a86a-cb6052135ce3
CSeq: 35487 OPTIONS
Server: PBX-Server/1
Content-Length: 0

<--- Transmitting SIP request (452 bytes) to UDP:217.0.23.36:5060 --->
OPTIONS sip:05173925769@tel.t-online.de:5060 SIP/2.0
Via: SIP/2.0/UDP 
84.178.92.172:5060;rport;branch=z9hG4bKPj6de5bb32-b993-442c-ad68-192a5c8ef455
From: <sip:asterisk@192.168.80.12>;tag=0a24e30f-5027-4057-aa5f-4cd73cff63de
To: <sip:05173925769@tel.t-online.de>
Contact: <sip:asterisk@84.178.92.172:5060>
Call-ID: 824821ff-d263-4f9d-975c-86647fdb92e0
CSeq: 62200 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Received SIP response (398 bytes) from UDP:217.0.23.36:5060 --->
SIP/2.0 403 Forbidden
Via: SIP/2.0/UDP 
84.178.92.172:5060;received=84.178.92.172;rport=5060;branch=z9hG4bKPj6de5bb32-b9
93-442c-ad68-192a5c8ef455
To: 
<sip:05173925769@tel.t-online.de>;tag=h7g4Esbg_po5j48b5pn49eo9r96lyont52kzblovw
From: <sip:asterisk@192.168.80.12>;tag=0a24e30f-5027-4057-aa5f-4cd73cff63de
Call-ID: 824821ff-d263-4f9d-975c-86647fdb92e0
CSeq: 62200 OPTIONS
Content-Length: 0

<--- Transmitting SIP request (452 bytes) to UDP:217.0.23.36:5060 --->
OPTIONS sip:05173925778@tel.t-online.de:5060 SIP/2.0
Via: SIP/2.0/UDP 
84.178.92.172:5060;rport;branch=z9hG4bKPj8b317788-8fa4-4a27-b312-d12b07f338ce
From: <sip:asterisk@192.168.80.12>;tag=cbbd0704-80e8-4bae-a73d-c98a3abe5715
To: <sip:05173925778@tel.t-online.de>
Contact: <sip:asterisk@84.178.92.172:5060>
Call-ID: ed26d901-98d3-42c1-b455-30d4399e62eb
CSeq: 39116 OPTIONS
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Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Received SIP response (398 bytes) from UDP:217.0.23.36:5060 --->
SIP/2.0 403 Forbidden
Via: SIP/2.0/UDP 
84.178.92.172:5060;received=84.178.92.172;rport=5060;branch=z9hG4bKPj8b317788-8f
a4-4a27-b312-d12b07f338ce
To: 
<sip:05173925778@tel.t-online.de>;tag=h7g4Esbg_rsbhv3cnzd9lxe19evkm8vjxyons1lzy
From: <sip:asterisk@192.168.80.12>;tag=cbbd0704-80e8-4bae-a73d-c98a3abe5715
Call-ID: ed26d901-98d3-42c1-b455-30d4399e62eb
CSeq: 39116 OPTIONS
Content-Length: 0

<--- Transmitting SIP request (454 bytes) to UDP:217.0.23.36:5060 --->
OPTIONS sip:051739249738@tel.t-online.de:5060 SIP/2.0
Via: SIP/2.0/UDP 
84.178.92.172:5060;rport;branch=z9hG4bKPj9d54c656-c7d7-4fba-9229-fa9d8cb953b2
From: <sip:asterisk@192.168.80.12>;tag=921f0183-8f21-4e17-bf72-ee1dbda95cc1
To: <sip:051739249738@tel.t-online.de>
Contact: <sip:asterisk@84.178.92.172:5060>
Call-ID: 3ac44b65-7c90-4dd9-9216-83da139ec888
CSeq: 30280 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Received SIP response (399 bytes) from UDP:217.0.23.36:5060 --->
SIP/2.0 403 Forbidden
Via: SIP/2.0/UDP 
84.178.92.172:5060;received=84.178.92.172;rport=5060;branch=z9hG4bKPj9d54c656-c7
d7-4fba-9229-fa9d8cb953b2
To: 
<sip:051739249738@tel.t-online.de>;tag=h7g4Esbg_ds4bs5sfbckq8n6k9f8ciksolyzkip6y
From: <sip:asterisk@192.168.80.12>;tag=921f0183-8f21-4e17-bf72-ee1dbda95cc1
Call-ID: 3ac44b65-7c90-4dd9-9216-83da139ec888
CSeq: 30280 OPTIONS
Content-Length: 0

<--- Transmitting SIP request (452 bytes) to UDP:46.182.250.46:5060 --->
OPTIONS sip:504613@sip.personal-voip.de:5060 SIP/2.0
Via: SIP/2.0/UDP 
84.178.92.172:5060;rport;branch=z9hG4bKPje1e970be-a18a-4e3d-8d32-5fb369e511c9
From: <sip:asterisk@192.168.80.12>;tag=a7dbd501-7ff4-4e14-b3df-29a970ae74a4
To: <sip:504613@sip.personal-voip.de>
Contact: <sip:asterisk@84.178.92.172:5060>
Call-ID: 1ce0922e-1730-4557-b90a-eae53e233d0f
CSeq: 15290 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Received SIP response (420 bytes) from UDP:46.182.250.46:5060 --->
SIP/2.0 483 Too Many Hops
Via: SIP/2.0/UDP 
84.178.92.172:5060;received=84.178.92.172;rport=5060;branch=z9hG4bKPje1e970be-a1
8a-4e3d-8d32-5fb369e511c9
From: <sip:asterisk@192.168.80.12>;tag=a7dbd501-7ff4-4e14-b3df-29a970ae74a4
To: <sip:504613@sip.personal-voip.de>;tag=069ffa31e8135bf64c58ff0e6bb2a737.b687
Call-ID: 1ce0922e-1730-4557-b90a-eae53e233d0f
CSeq: 15290 OPTIONS
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Server: PBX-Server/1
Content-Length: 0

<--- Transmitting SIP request (490 bytes) to UDP:217.0.23.36:5060 --->
OPTIONS sip:051739249745:520038115173-0001@tel.t-online.de:5060 SIP/2.0
Via: SIP/2.0/UDP 
84.178.92.172:5060;rport;branch=z9hG4bKPjbb3fdfce-bb97-4e68-bd2a-a8ca9f207f1a
From: <sip:asterisk@192.168.80.12>;tag=1895fb30-99a3-4a54-8991-e644fc73a866
To: <sip:051739249745:520038115173-0001@tel.t-online.de>
Contact: <sip:asterisk@84.178.92.172:5060>
Call-ID: 077b51ed-f4ea-4e0b-8fb1-5cbd57cbec12
CSeq: 22768 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Received SIP response (417 bytes) from UDP:217.0.23.36:5060 --->
SIP/2.0 403 Forbidden
Via: SIP/2.0/UDP 
84.178.92.172:5060;received=84.178.92.172;rport=5060;branch=z9hG4bKPjbb3fdfce-bb
97-4e68-bd2a-a8ca9f207f1a
To: 
<sip:051739249745:520038115173-0001@tel.t-online.de>;tag=h7g4Esbg_zdvf6mtditp8mu
bby8iyeq75p31dwl74
From: <sip:asterisk@192.168.80.12>;tag=1895fb30-99a3-4a54-8991-e644fc73a866
Call-ID: 077b51ed-f4ea-4e0b-8fb1-5cbd57cbec12
CSeq: 22768 OPTIONS
Content-Length: 0

<--- Transmitting SIP request (446 bytes) to UDP:192.168.80.160:5060 --->
OPTIONS sip:berofixpi@192.168.80.160:5060 SIP/2.0
Via: SIP/2.0/UDP 
192.168.80.12:5060;rport;branch=z9hG4bKPj478c0657-aef5-4899-b8c4-afd0425a7919
From: <sip:asterisk@192.168.80.12>;tag=bea640fb-7406-453f-8f73-6922a2f6dc4a
To: <sip:berofixpi@192.168.80.160>
Contact: <sip:asterisk@192.168.80.12:5060>
Call-ID: 44f9dd92-ca8f-4714-a580-f18735a6e9b4
CSeq: 54021 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Transmitting SIP request (446 bytes) to UDP:192.168.80.160:5060 --->
OPTIONS sip:berofixpi@192.168.80.160:5060 SIP/2.0
Via: SIP/2.0/UDP 
192.168.80.12:5060;rport;branch=z9hG4bKPj478c0657-aef5-4899-b8c4-afd0425a7919
From: <sip:asterisk@192.168.80.12>;tag=bea640fb-7406-453f-8f73-6922a2f6dc4a
To: <sip:berofixpi@192.168.80.160>
Contact: <sip:asterisk@192.168.80.12:5060>
Call-ID: 44f9dd92-ca8f-4714-a580-f18735a6e9b4
CSeq: 54021 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Transmitting SIP request (446 bytes) to UDP:192.168.80.160:5060 --->
OPTIONS sip:berofixpi@192.168.80.160:5060 SIP/2.0
Via: SIP/2.0/UDP 
192.168.80.12:5060;rport;branch=z9hG4bKPj478c0657-aef5-4899-b8c4-afd0425a7919
From: <sip:asterisk@192.168.80.12>;tag=bea640fb-7406-453f-8f73-6922a2f6dc4a
To: <sip:berofixpi@192.168.80.160>
Contact: <sip:asterisk@192.168.80.12:5060>
Call-ID: 44f9dd92-ca8f-4714-a580-f18735a6e9b4
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CSeq: 54021 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Transmitting SIP request (452 bytes) to UDP:77.72.174.128:5060 --->
OPTIONS sip:bofh42@sip.freevoipdeal.com:5060 SIP/2.0
Via: SIP/2.0/UDP 
84.178.92.172:5060;rport;branch=z9hG4bKPje455b1d1-16c4-4e9d-b587-5154ec3e6ae0
From: <sip:asterisk@192.168.80.12>;tag=df9bb33e-d3ab-4bc3-a1d7-9932d2b14137
To: <sip:bofh42@sip.freevoipdeal.com>
Contact: <sip:asterisk@84.178.92.172:5060>
Call-ID: e5e41abd-f422-42b8-b3d0-7bdde245c93c
CSeq: 35017 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Received SIP response (484 bytes) from UDP:77.72.174.128:5060 --->
SIP/2.0 200 Ok
Via: SIP/2.0/UDP 
84.178.92.172:5060;rport;branch=z9hG4bKPje455b1d1-16c4-4e9d-b587-5154ec3e6ae0
From: <sip:asterisk@192.168.80.12>;tag=df9bb33e-d3ab-4bc3-a1d7-9932d2b14137
To: <sip:bofh42@sip.freevoipdeal.com>
Contact: sip:77.72.174.128:5060
Call-ID: e5e41abd-f422-42b8-b3d0-7bdde245c93c
CSeq: 35017 OPTIONS
Supported: foo
User-Agent: (Very nice Sip Registrar/Proxy Server)
Allow: ACK,BYE,CANCEL,INVITE,REGISTER,OPTIONS,INFO,MESSAGE
Accept: application/sdp

<--- Transmitting SIP request (446 bytes) to UDP:192.168.80.160:5060 --->
OPTIONS sip:berofixpi@192.168.80.160:5060 SIP/2.0
Via: SIP/2.0/UDP 
192.168.80.12:5060;rport;branch=z9hG4bKPj478c0657-aef5-4899-b8c4-afd0425a7919
From: <sip:asterisk@192.168.80.12>;tag=bea640fb-7406-453f-8f73-6922a2f6dc4a
To: <sip:berofixpi@192.168.80.160>
Contact: <sip:asterisk@192.168.80.12:5060>
Call-ID: 44f9dd92-ca8f-4714-a580-f18735a6e9b4
CSeq: 54021 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Transmitting SIP request (452 bytes) to UDP:46.182.250.46:5060 --->
OPTIONS sip:504611@sip.personal-voip.de:5060 SIP/2.0
Via: SIP/2.0/UDP 
84.178.92.172:5060;rport;branch=z9hG4bKPjdee81d19-94d7-4fe6-9c11-5220cb6d934c
From: <sip:asterisk@192.168.80.12>;tag=1c0d2ed8-e304-4d5a-b4bc-55c6be2e7849
To: <sip:504611@sip.personal-voip.de>
Contact: <sip:asterisk@84.178.92.172:5060>
Call-ID: 6fb66f6a-cbb0-43ea-940e-80bcad18e801
CSeq: 23853 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Received SIP response (420 bytes) from UDP:46.182.250.46:5060 --->
SIP/2.0 483 Too Many Hops
Via: SIP/2.0/UDP 
84.178.92.172:5060;received=84.178.92.172;rport=5060;branch=z9hG4bKPjdee81d19-94
d7-4fe6-9c11-5220cb6d934c
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From: <sip:asterisk@192.168.80.12>;tag=1c0d2ed8-e304-4d5a-b4bc-55c6be2e7849
To: <sip:504611@sip.personal-voip.de>;tag=069ffa31e8135bf64c58ff0e6bb2a737.3fd4
Call-ID: 6fb66f6a-cbb0-43ea-940e-80bcad18e801
CSeq: 23853 OPTIONS
Server: PBX-Server/1
Content-Length: 0

<--- Transmitting SIP request (436 bytes) to UDP:192.168.80.161:5060 --->
OPTIONS sip:6001@192.168.80.161:5060 SIP/2.0
Via: SIP/2.0/UDP 
192.168.80.12:5060;rport;branch=z9hG4bKPj9976128d-14cd-4d1f-b051-84572dd483db
From: <sip:asterisk@192.168.80.12>;tag=3cf0bdb6-243d-42f4-95a8-e8bc17beffb0
To: <sip:6001@192.168.80.161>
Contact: <sip:asterisk@192.168.80.12:5060>
Call-ID: 41459621-215b-493a-883f-4b55417644b3
CSeq: 62479 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Received SIP response (443 bytes) from UDP:192.168.80.161:5060 --->
SIP/2.0 200 OK
To: <sip:6001@192.168.80.161>;tag=c298567cddf67e25i0
From: <sip:asterisk@192.168.80.12>;tag=3cf0bdb6-243d-42f4-95a8-e8bc17beffb0
Call-ID: 41459621-215b-493a-883f-4b55417644b3
CSeq: 62479 OPTIONS
Via: SIP/2.0/UDP 
192.168.80.12:5060;branch=z9hG4bKPj9976128d-14cd-4d1f-b051-84572dd483db
Server: Cisco/SPA112-1.3.5(004)
Content-Length: 0
Allow: ACK, BYE, CANCEL, INFO, INVITE, NOTIFY, OPTIONS, REFER
Supported: replaces

<--- Transmitting SIP request (436 bytes) to UDP:192.168.80.161:5061 --->
OPTIONS sip:6000@192.168.80.161:5061 SIP/2.0
Via: SIP/2.0/UDP 
192.168.80.12:5060;rport;branch=z9hG4bKPjcc562a2f-8895-4eea-b56c-2a42a8773173
From: <sip:asterisk@192.168.80.12>;tag=af23e680-0d3e-4107-96cd-0e98e3cc264a
To: <sip:6000@192.168.80.161>
Contact: <sip:asterisk@192.168.80.12:5060>
Call-ID: bda75c48-6f1b-40f5-8111-9cdc9f2893d6
CSeq: 39283 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0

<--- Received SIP response (443 bytes) from UDP:192.168.80.161:5061 --->
SIP/2.0 200 OK
To: <sip:6000@192.168.80.161>;tag=5c6ffbc4573dd97di1
From: <sip:asterisk@192.168.80.12>;tag=af23e680-0d3e-4107-96cd-0e98e3cc264a
Call-ID: bda75c48-6f1b-40f5-8111-9cdc9f2893d6
CSeq: 39283 OPTIONS
Via: SIP/2.0/UDP 
192.168.80.12:5060;branch=z9hG4bKPjcc562a2f-8895-4eea-b56c-2a42a8773173
Server: Cisco/SPA112-1.3.5(004)
Content-Length: 0
Allow: ACK, BYE, CANCEL, INFO, INVITE, NOTIFY, OPTIONS, REFER
Supported: replaces

<--- Transmitting SIP request (446 bytes) to UDP:192.168.80.160:5060 --->
OPTIONS sip:berofixpi@192.168.80.160:5060 SIP/2.0
Via: SIP/2.0/UDP 
192.168.80.12:5060;rport;branch=z9hG4bKPj478c0657-aef5-4899-b8c4-afd0425a7919
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asterisk.log
From: <sip:asterisk@192.168.80.12>;tag=bea640fb-7406-453f-8f73-6922a2f6dc4a
To: <sip:berofixpi@192.168.80.160>
Contact: <sip:asterisk@192.168.80.12:5060>
Call-ID: 44f9dd92-ca8f-4714-a580-f18735a6e9b4
CSeq: 54021 OPTIONS
Max-Forwards: 70
User-Agent: FPBX-12.0.70(13.6.0)
Content-Length:  0
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